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INVITE sip:Collins@work.com SIP/2.0 

Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 

Max-Forwards: 70 

From: Boss<sip:Manager@home.net>; tag=ab12 
Contact: Boss <sip:manager@pc1.home.net> 
To: Danieksip:Collins@work.com> 
Call-ID: 123456@pc1.home.net 
CSeq: 1 INVITE 


SIP/2.0 100 Trying 

Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 
From: Boss<sip:Manager@home.net>; tag=ab12 
To: Danieksip:Collins@work.com> 
Call-ID: 123456@station1.home.net 
CSeq: 1 INVITE 


SIP/2.0 200 OK 

Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 

Record-route: <sip:server.work.com;lr> 

From: Boss<sip:Manager@home.net>; tag=ab12 

To: Danieksip:Collins@work.com>; tag=xyz45 

Call-ID: 123456@pc1.home.net 

CSeq: 1 INVITE 

Contact: sip:Collins @ pc2.work.com 



INVITE sip:Collins@pc1 .work.com SIP/2.0 
Via: SIP/2.0/UDP server.work.com; branch=z9hG4bK123 
Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 
Max-Forwards: 69 

Record-route: <sip:server.work.com;lr> 

From: Boss<sip:Manager@home.net>; tag=ab12 

Contact: Boss <sip:manager@pd.home.net> 

To: Danieksip:Collins@work.com> 

Call-ID: 123456@pc1.home.net 

CSeq: 1 INVITE 


INVITE sip:Collins@pc2.work.com SIP/2.0 
Via: SIP/2.0/UDP server.work.com; branch=z9hG4bK456 
Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 
Max-Forwards: 69 

Record-route: <sip:server.work.com;lr> 

From: Boss<sip:Manager@home.net>; tag=ab12 

Contact: Boss <sip:manager@pc1.home.net> 

To: Danieksip:Collins@work.com> 

Call-ID: 123456@pc1.home.net 

CSeq: 1 INVITE 

t 

SIP/2.0 200 OK 

Via: SIP/2.0/UDP server.work.com; branch=z9hG4bK456 

Via: SIP/2.0/UDP pc1.home.net; branch=z9hG4bK789 

Record-route: <sip:server.work.com;lr> 

From: Boss<sip:Manager@home.net>; tag=ab12 

To: Danieksip:Collins@work.com>; tag=xyz45 

Call-ID: 123456@pc1.home.net 

CSeq: 1 INVITE i 

Contact: sip:Collins@ pc2.work.com " 


CANCEL sip:Collins@pc1 .work.com SIP/2.0 

Via: SIP/2.0/UDP server.work.com; branch=z9hG4bK456 

Max-Forwards: 69 

Record-route: <sip:server.work.com;lr> 

From: Boss<sip:Manager@home.net>; tag=ab12 

Contact: Boss <sip:manager@pd .home.net> 

To: Danieksip:Collins@work.com> 

Call-ID: 123456@pc1.home.net 

CSeq: 1 CANCEL 


sage body will be session information describing the media to be exchanged 
between the parties. The session description will include media information 
such as the RTP payload type, addresses, and ports. The format of that 
description will normally be according to SDR 
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